Featured Application: The proposed model of this paper is for the fault diagnosis of rolling bearings in rail train.
Introduction
In various large industrial equipment, the rolling bearing is a key equipment in the rotor system; moreover, it frequently works in the adverse environment of high velocity, high temperature, high voltage, etc., this is the very reason why it is particularly important to exercise fault diagnosis over it through its real-time monitoring data [1] . In the rail transit field, the potential fault of rolling bearing has seriously threatened the rail transit safety, especially nowadays the rapid popularization of high-speed railway puts up the urgent requirement of real-time monitoring and online fault analysis to the critical equipment of rolling bearing [2] [3] [4] [5] . By installing sensors at the special location of rolling bearing, vibration data are obtained that possess the characteristics of large amount, nonlinear, and non-stationary [6, 7] . A rapid and effective fault diagnosis algorithm is the key to the systematic implementation [8, 9] .
The fault diagnosis algorithms of equipment mainly include statistical-based methods, signal processing-based methods, analytical model-based methods, and knowledge-based methods [10, 11] . The statistical-based method is to compare the statistical characteristics of faults and normal time-domain data. Gustafsson et al. proposed to compare the peak value of the vibration acceleration data of the bearing with the peak value of normal bearing to judge the running state of the bearing [12] . The signal processing-based methods include time-domain and frequency-domain analysis methods [13] [14] [15] [16] . Fourier transform is one of the classical frequency-domain analysis methods. The feature extraction methods for nonlinear, non-stationary signals are mainly wavelet transform and Hilbert transform [17, 18] . On this basis, researchers have proposed some new improved methods, including improved denoising method based on empirical mode decomposition and improved Hilbert Huang transform method (HHT) [19] , bearing fault diagnosis method based on adaptive Fourier decomposition, fault diagnosis method based on new nonlinear dynamic model, and fusion of time-frequency-domain feature parameters. Duan et al. [20] proposed a fault diagnosis method by combining local mean decomposition (LMD) and the ratio correction method to process the short-time signals. The vibration signal of rolling bearing is decomposed into a series of product functions (PFs) by LMD. The PF, which contains the richest fault information, is selected to perform envelope spectrum analysis by the Hilbert transform (HT). Ding et al. [21] proposed a new method based on wavelet denoising and nonlinear independent component analysis (ICA) to tackle the nonlinear blind source separation problem with additive noise. The analytical model-based method includes state estimation method and parameter estimation method [22, 23] . State estimation is a method of estimating the internal state of a dynamic system based on available measurement data. The use of state estimation to design a distributed fault observer can solve the problem that the calculation is difficult when there are uncertain parameters in the system. Parameter estimation is the process of calculating system model parameters using system input and output data when the system model structure is known. Commonly used methods of parameter estimation include moment estimation, least squares estimation, maximum likelihood estimation, etc. With the increasing complexity of industrial equipment systems, the number and types of data recorded during the monitoring process are increasing. Knowledge-based fault diagnosis methods have gradually become the mainstream method in the field of monitoring [24] . Among them, artificial neural network [25] , D-S evidence theory [26] , Bayesian [27] are the most widely used. This kind of method, which can be applied in nonlinear, dynamic, and high-latitude systems can avoid the establishment of complex mechanism models. Islam et al. [28] proposed an online fault diagnosis system for bearings that detects emerging fault modes and then updates the diagnostic system knowledge (DSK) to incorporate information about the newly detected fault modes.
Directed at the characteristics of nonlinear and non-stationary data of rail train, a complete long-term fault diagnosis method for rolling train rolling bearings based on exponential smoothing prediction and improved integrated learning algorithm is designed and applied to the measured bearing data set designed in this paper. The Sliding Window based on Exponential Smoothing Segmentation Algorithm (SWESSA) is used in this method to segment the original data. Then, the local feature extraction is performed on the segmented data, and the improved local frequency is defined. The extreme point is replaced by the segmentation point as a marker for judging the motion limit, which can eliminate the interference from high-frequency noise and multi-excitation source to local frequency. Finally, the Improved AdaBoost Algorithm (IAA) is used to classify the sample data. Before the classification, the sample data is clustered to filter the noise data, so the anti-noise ability is enhanced, and the classification effect is improved.
In this paper, the vibration data of the rolling bearing of the rail train is analyzed, and the fault is diagnosed. The content of this paper is divided into the following parts: Section 2 introduces the complete process of the proposed fault diagnosis method for the rolling bearing of the rail train and the specific work of each part. Section 3 introduces the time-series segmentation method, feature extraction algorithm based on local spectrum, and the specific algorithm flow of IAA. Section 4 presents the experimental results and analysis of the proposed method, and Section 5 concludes the paper.
Complete Fault Diagnosis Process
The complete fault diagnosis process of rolling bearing mainly consists of four steps of data preprocessing, feature extraction, fault diagnosis, and evaluation index. The fault diagnosis process includes the data analysis to the diagnosis results. The classification and comparison experiments are carried out based on effective data, and the evaluation is carried out to prove the effectiveness of the method. This paper designed a way of diagnosis directed on the four major steps, respectively, as shown in Figure 1 .
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The complete fault diagnosis process of rolling bearing mainly consists of four steps of data preprocessing, feature extraction, fault diagnosis, and evaluation index. The fault diagnosis process includes the data analysis to the diagnosis results. The classification and comparison experiments are carried out based on effective data, and the evaluation is carried out to prove the effectiveness of the method. This paper designed a way of diagnosis directed on the four major steps, respectively, as shown in Figure 1 . The specific implementation of the steps is as follows.
(1) Firstly, the data is cleaned, and the data dimension is unified by the method of data visualization; then the exponential smoothing method is used to smooth the sequence to eliminate the random error, and the main trend of the time-series is obtained. The adaptive sliding window model based on the short-term prediction ability of the exponential smoothing method and the statistical characteristics of historical data is used to segment the time-series data, and the relationship between the statistical characteristics of the historical data and the prediction error is used to determine the segmentation point.
In the process of detecting data and transmitting data by the sensor, it is possible to be interfered to obtain an unrealized outlier point. Therefore, in the process of detecting the segmentation point, it is necessary to add a verification step to determine that the obtained split point is not an outlier generated due to interference. In the verification step, the method of setting the flag is used, that is, when a certain point of the time-series does not satisfy the historical trend, the point is set as a suspicious segmentation point. Then, check the next point, when the next point also does not satisfy the historical trend, the suspect split point is determined as the split point, and the flag bit is set; otherwise, the suspicious segmentation point is determined to be the outlier point, and the flag bit is cleared. (2) The nonlinear and non-stationary data characteristics extraction method based on local frequency is designed, which smartly combines the split point obtained from preprocessed data with the spectrum analysis and constructs the localization feature of data. Then, the definition of local frequency and the construction method of time-frequency-domain to proceed with the feature extraction are finalized. This method overcomes the limitation of HHT, only applicable to describe the narrowband signal, while in the meantime, it makes up the setback of Fourier global frequency, which is only worthy for unlimited fluctuating periodical signals. The specific implementation of the steps is as follows.
(1) Firstly, the data is cleaned, and the data dimension is unified by the method of data visualization; then the exponential smoothing method is used to smooth the sequence to eliminate the random error, and the main trend of the time-series is obtained. The adaptive sliding window model based on the short-term prediction ability of the exponential smoothing method and the statistical characteristics of historical data is used to segment the time-series data, and the relationship between the statistical characteristics of the historical data and the prediction error is used to determine the segmentation point. In the process of detecting data and transmitting data by the sensor, it is possible to be interfered to obtain an unrealized outlier point. Therefore, in the process of detecting the segmentation point, it is necessary to add a verification step to determine that the obtained split point is not an outlier generated due to interference. In the verification step, the method of setting the flag is used, that is, when a certain point of the time-series does not satisfy the historical trend, the point is set as a suspicious segmentation point. Then, check the next point, when the next point also does not satisfy the historical trend, the suspect split point is determined as the split point, and the flag bit is set; otherwise, the suspicious segmentation point is determined to be the outlier point, and the flag bit is cleared. (2) The nonlinear and non-stationary data characteristics extraction method based on local frequency is designed, which smartly combines the split point obtained from preprocessed data with the spectrum analysis and constructs the localization feature of data. Then, the definition of local frequency and the construction method of time-frequency-domain to proceed with the feature extraction are finalized. This method overcomes the limitation of HHT, only applicable to describe the narrowband signal, while in the meantime, it makes up the setback of Fourier global frequency, which is only worthy for unlimited fluctuating periodical signals. The whole fault diagnosis method is synthesized. From the perspective of the research object, this method comprehensively considers the characteristics of the data and the relevance and provides a reliable diagnosis strategy for the fault diagnosis of the track rolling bearing.
Fault Diagnosis Method

Time-Series Segmentation
Rail transit rolling bearing data is massive online data, and the overall processing is large. If the data analysis is performed directly on the original time-series, the time and space cost will be too high. In response to this situation, the original sequence is generally segmented first, and then the segmented data is subjected to feature extraction. The cost of analyzing and processing the extracted data features is much lower. We have done some work on time-series segmentation and feature extraction. The proposed SWESSA [29] can quickly and efficiently segment online data, and using local spectrum for feature extraction of rolling bearing faults [30] , which can better highlight the local features of the data, clearly has strong anti-noise ability.
Time-series segmentation as an important step in time-series mining and time-series representation must meet two basic requirements: streamlining and computational efficiency. Streamlining means that the algorithm must guarantee fewer segments and smaller residual errors; computational efficiency means that the segmentation algorithm can adapt to the online computing environment [31] . For the rolling bearing data applied in this paper, it needs to have a certain anti-interference ability for data noise while being compact and computationally efficient.
For time-series segmentation, the practical meaning is time-series dimension reduction. The most important question is how to quickly and accurately detect the split point. The earliest online segmentation algorithms include the classic Sliding Window algorithm (SW), proposed by Keogh [32] , and Sliding Windows and Bottom-up algorithm (SWAB) [33] . To enhance the approximation effect, we proposed a Sliding Window based on Exponential Smoothing Segmentation Algorithm (SWESSA) [29] . The basic idea is to smooth the sequence and eliminate random errors with the exponential smoothing method and then obtain the main trend of time-series. The adaptive sliding window model based on the short-term prediction ability of the exponential smoothing method and the statistical characteristics of historical data is used to segment the time-series data, obtain the data trend through prediction, and judge the segmentation point by the relationship between the statistical characteristics of the historical data and the prediction error.
We have compared the performance of SWESSA, SW, and SWAB from the normal segmentation number (NSN), normal residual error (NRES), and calculation time (NTIME) in the literature [29] , as shown in Table 1 . The NSN for SW and SWAB and SWESSA is the same. NRES represents the error between the segmentation result and the original data. The smaller the NRES, the better the segmentation effect. The SWESSA is closer to the original sequence than SW and SWAB, and the NRES is the smallest. The NTIME only includes the time to calculate the segmentation point and the residual error. It can be seen from the NTIME that SWESSA is better than SW and SWAB. It is proved by experiments that SWESSA can meet the task of data segmentation with efficient calculation, and it has certain anti-interference ability for data noise, paving the way for the whole fault diagnosis method. The flow chart of SWESSA is shown in Figure 2 . it has certain anti-interference ability for data noise, paving the way for the whole fault diagnosis method. The flow chart of SWESSA is shown in Figure 2 . Where t s represents a smooth prediction value, t y represents the true value of the time-series, 0 s represents the initial value of the exponential segmentation algorithm, and the calculation method is as follows:
α is the weight of the smoothing algorithm, = 0.2 α . V represents a vector that stores absolute errors, Seg represents the set of stored partition points, and Err represents the residual error between Where s t represents a smooth prediction value, y t represents the true value of the time-series, s 0 represents the initial value of the exponential segmentation algorithm, and the calculation method is as follows:
α is the weight of the smoothing algorithm, α = 0.2. V represents a vector that stores absolute errors, Seg represents the set of stored partition points, and Err represents the residual error between the Linear fit of the segmentation point and the original sequence. The formula for the mean µ and the variance σ of the absolute prediction error is as follows:
The algorithm repeats the loop until all data is processed. After initializing the parameters:
(a) Use a single exponential smoothing method to calculate the smoothed value s t as the predicted value of the next time point t; (b) Obtain the true value y t of the time point t, calculate the prediction error y t − s t , and store the value in the vector V; (c) Calculate the mean µ and standard deviation σ of V, and the standard deviation and mean are updated in real-time; (d) Determine whether the point is a split point by Equation (3). If not, continue to loop the next point; if yes, set the flag to cache the point at the same time. If the next point also satisfies the requirements of the split point, the previous point is stored in Seg, and the initial s 0 of the split segment is reinitialized to continue the loop.
where p is the split compression ratio of the time-series (p needs to be set in advance by user, 0 < p < 1), R represents a random variable.
Feature Extraction Based on Local Spectrum of Time-Domain Signal
The focus of the feature extraction of the segmented data is to maximize the difference between different categories of samples under the premise of ensuring that the loss of sample data information is minimized. The main points of data feature parameter extraction include dimensionality reduction and noise elimination. The method mainly includes time-domain feature extraction and frequency-domain feature extraction [34] . The time-domain feature extraction method mainly extracts the time-domain feature value of each sample data as the feature value of the sample and is generally based on statistics or shape. The frequency-domain feature extraction transforms the original data from the time-domain to the frequency-domain by using the Fourier transform, so that features that are difficult to find in the time-domain can be mined. The main frequency-domain feature acquisition methods are divided into two categories -one is the global frequency defined for harmonic signals from a global perspective. While another is the instantaneous frequency, which is the reciprocal of the period [35] .
In the analysis of rolling bearing faults, the time-domain analysis is random, the accuracy is not high, the feature comparison is not obvious, and the ability of noise reduction is poor. The frequency-domain analysis is effective because the vibration frequency of the bearing will be different due to the existence of the fault, which will produce a clear difference in the spectrum or power spectrum. Therefore, the frequency characteristics can not only diagnose faulty bearings but also diagnose sub-health bearings. According to the concept of global frequency and instantaneous frequency mentioned above, it is found that the applicable conditions are relatively harsh. The global frequency is suitable for periodic signals with infinite smooth fluctuations, and the instantaneous frequency is suitable for narrow-bandwidth non-stationary signals. The applicable conditions of the two are not suitable for the data signals extracted by the rolling bearings of rail train and lack of universality. So, a method for extracting fault characteristics of rolling bearings based on the local spectrum is proposed [30] . This method defines the concept of local frequency of time-domain data. The original signal can be approximated as consisting of a series of V-waves containing two adjacent segmentation points and data points between them. The local period T(t) of the original signal x(t) can be defined by the V-wave, as follows:
T(t) represents the time required for the signal to complete a local vibration in the local time range. The starting position t(k) is the moment of the i-th local maximum in the original signal x(t), and then the local frequency v(t) is defined as the reciprocal of the generalized local period T(t), namely:
The local frequency v(t) indicates the number of vibrations completed in the unit local time, and v(t) is used to measure the speed of local vibration in Hz.
Besides, the local frequency spectrum is constructed by using the idea of constructing the frequency-domain in the global frequency spectrum, which is used to analyze the rolling bearing data. The construction method of local spectrogram and time-frequency-domain construction method are used to extract the local features of the original signal, and the segmentation points obtained by the denoising process with spectrum analysis are ingeniously combined. A set of feature extraction methods based on the local spectrum is constructed, which provides a very reliable feature vector for subsequent fault classification of rolling bearings. The physical meaning of this method, which can better highlight the local features of the data, is clearer and has strong anti-noise ability. It compensates for the shortcomings of global frequency and instantaneous frequency and optimizes the concept of the local spectrum. The author has expounded the specific process of feature extraction of the local spectrum of the time-domain signal in the literature [30] .
Improved AdaBoost Algorithm
For the bearing fault diagnosis data type, the classification accuracy of general machine learning algorithms, such as BP neural network and standard SVM, can't achieve the desired effect. However, integrated learning algorithms, such as Bagging or Boosting, can effectively improve the classification accuracy of weak classifiers. AdaBoost is a classic iterative integration algorithm in the integrated learning algorithm. It improves classification accuracy by integrating weak classifiers with weak classification. The weak classifier can be any classifier, such as a simple decision tree, a simple linear logistic classifier, a BP algorithm, and so on.
The core idea of AdaBoost is to iteratively train the weak learning algorithm for the same data set and integrate them into a strong learning algorithm. The upper limit of the training error decreases with the number of iterations, so there is no over-fitting phenomenon [36] . The strong learning algorithm can greatly improve the accuracy of the weak classifier, which is easy to encode and does not require parameter adjustment with a lower generalized bit error rate, and, at the same time, it is sensitive to outliers or noise [37] . Therefore, the initial condition is to ensure that the classifier uses the sample set data with the least noise. When there are abnormal points or noise in the data, the AdaBoost algorithm does not process it, which will seriously affect the classification result. To enhance the anti-noise ability, this paper improves the AdaBoost algorithm and proposes an improved AdaBoost algorithm (Improved AdaBoost Algorithm, IAA). The main idea of the algorithm is to filter the sample data and eliminate samples with too large sample distribution during the iterative process first, which ensure the diversity of the sample. Then, the data after denoising are classified, during which the classification accuracy is greatly improved.
First, for the noisy data, IAA first clusters the sample data to make the sample data of the same category more compact, and the difference between the different categories of sample data is greater through clustering. There are many clustering algorithms, such as Self-organizing Maps and K-means. In this paper, the improved K-means is selected to optimize the clustering process of the K-means clustering algorithm. The improved K-means eliminate the impact of random initial cluster centers on classification results and improve the discrimination of different categories. The specific optimization details of the clustering process are as follows (Take two categories as an example):
(1) For a given sample data set, N = {(x 1 , y 1 )(x 2 , y 2 ), . . . , (x n , y n )}, x i ∈ X, y i ∈ Y = {1, 2}, where x i is the sample data with attributes of r dimensions, y i is the category to which the sample belongs. The K-means clustering operation is performed on the two types of samples, and the selection of the initial cluster center is optimized. Finally, the cluster center of the two types of samples, (x 1 , 1) and (x 2 , 2), is obtained. (2) Traversing all the samples in the sample dataset. All the samples belonging to category "1" are required to have a distance tox 1 less than l 1 , and the distance tox 2 greater than l 2 . At the same time, all the samples belonging to category "2" are required to have a distance tox 2 less than l 2 , and the distance tox 1 greater than l 1 . Samples that do not meet the requirements are rejected. Then, the new training set is N 1 = {(x 1 , y 1 )(x 2 , y 2 ), . . . , (x m , y m )}, x i ∈ X, y i ∈ Y = {1, 2}, and Figure 3 shows the case when the number of clusters is 2 and 2 dimensions in the sample.
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(1) For a given sample data set,
is the sample data with attributes of r dimensions, i y is the category to which the sample belongs. The K-means clustering operation is performed on the two types of samples, and the selection of the initial cluster center is optimized. Finally, the cluster center of the two types of samples, 1 ( ,1) x  and 2 ( ,2) x  , is obtained.
(2) Traversing all the samples in the sample dataset. All the samples belonging to category "1"
are required to have a distance to 1
x  less than 1 l , and the distance to 2 x  greater than 2 l .
At the same time, all the samples belonging to category "2" are required to have a distance It is seen from the bipartite classification graph in Figure 3 that the cluster center of category ″1″ is red sample point, whereas that for category ″2″ is yellow. The red and yellow circles represent, respectively, 1 l , 2 l in the above-described algorithm, i.e., at the farthest distance to the sample set center, the sample point inside the circle is the sample set of this variety while that outside the circle shall be eliminated. The green area is the common share field of the two varieties. According to the original cluster algorithm flow, the sample close to the sample center belongs to that category. To enlarge the differentiation between sample sets, the sample in the green area is to be dropped out. As a result, the two varieties of sample set become more compact, and the differences between the two are more obvious. Second is the problem of excessive sample distribution probability. If a sample is misclassified multiple times, the distribution rate of the sample will be too large, which will interfere with the diversity of the sample data. Therefore, IAA removes samples with a distribution rate greater than F ( F need to be set in advance) from the training set and distributes the distribution rate equally among the remaining samples during the iterative process of the algorithm.
Based on this optimization, IAA combines the idea of AdaBoost to learn a series of weak classifiers or weak learners and combines these weak classifiers into one strong classifier, which will improve the classification accuracy greatly. The specific block diagram of the algorithm is shown in Figure 4 (Take two categories as an example). It is seen from the bipartite classification graph in Figure 3 that the cluster center of category "1" is red sample point, whereas that for category "2" is yellow. The red and yellow circles represent, respectively, l 1 , l 2 in the above-described algorithm, i.e., at the farthest distance to the sample set center, the sample point inside the circle is the sample set of this variety while that outside the circle shall be eliminated. The green area is the common share field of the two varieties. According to the original cluster algorithm flow, the sample close to the sample center belongs to that category. To enlarge the differentiation between sample sets, the sample in the green area is to be dropped out. As a result, the two varieties of sample set become more compact, and the differences between the two are more obvious.
Second is the problem of excessive sample distribution probability. If a sample is misclassified multiple times, the distribution rate of the sample will be too large, which will interfere with the diversity of the sample data. Therefore, IAA removes samples with a distribution rate greater than F(F need to be set in advance) from the training set and distributes the distribution rate equally among the remaining samples during the iterative process of the algorithm.
Based on this optimization, IAA combines the idea of AdaBoost to learn a series of weak classifiers or weak learners and combines these weak classifiers into one strong classifier, which will improve the classification accuracy greatly. The specific block diagram of the algorithm is shown in Figure 4 (Take two categories as an example). After the above analysis, the clustering process, the calculated sample distribution rate, and the AdaBoost algorithm are integrated. The execution steps of the complete IAA fault classification method are shown in Algorithm 1.
Algorithm 1.
Execution steps of the complete IAA (Improved AdaBoost Algorithm) fault classification method.
Step Execution Steps
Input:
Output: After the above analysis, the clustering process, the calculated sample distribution rate, and the AdaBoost algorithm are integrated. The execution steps of the complete IAA fault classification method are shown in Algorithm 1. Step Execution Steps
Sample set N = {(x 1 , y 1 ) (x 2 , y 2 ), . . . , (x n , y n )}, x i ∈ X, y i ∈ Y = {1, 2, . . . , K}; Number of cluster categories K; Distance parameter l 1 , l 2 , . . . , l K ; Maximum sample distribution rate F; Number of weak learners T; Base learning algorithm ℘; sum = 0. Output: Classification result 1:
Randomly select a point from the sample set as the cluster center c 1 = (x 1 , 1) 2:
for i = 1 to n 3:
Calculate the shortest Euclidean distance d i between the sample point x i and the current existing cluster center 4:
5: end for 6:
for i = 1 to n 7:
Calculate the probability
/sum that x i is selected as the next cluster center 8:
Calculate the probability interval of x i 9:
end for 10:
Generate random numbers "r" between 0 and 1 11:
The sample corresponding to the interval, to which the random number "r" belongs, is the second cluster center c 2 = (x 2 , 2) 12:
Repeat steps 2~12 to find the third and fourth cluster centers c 3 = (x 3 , 3)~c K = (x K , K) 13:
for i = 1 to n 14:
Calculate the Euclidean distance from x i for all cluster centers separately and classify x i into the category corresponding to the cluster center with the smallest distance 15:
Update cluster center c k ←
end for 17:
Samples in the k-th category with a distance greater than l k from c k are excluded, samples with a distance less than l k from c k and, at the same time, the distance less than l k from one of c 1 ,c 2 , . . . ,c k−1 ,c k+1 , . . . ,c K are excluded, get a new sample set N 1 18:
for k = 1 to T 19:
Calculate the initial weight distribution W 1 = (w 11 , w 12 , . . . , w 1m ), w 1i = 1/m, i = 1, 2, . . . , m of the sample set N 1 20:
Use W k training sample set to get the k-th weak learner G k (x) 21: Calculate the classification error rate e k of G k (x) on the sample set N 1 22:
Calculate the weight coefficient
Update the weight distribution W k+1 of sample set N 1 24:
Update the sample distribution rate q, eliminate the sample with a sample distribution rate greater than F, update the sample set N 1 , and count the number of samples n 25:
Calculate sample classification results G(x) = sign( f (x)) 27: end for
Experimental Results and Analysis
Experimental Data
The applied sample sets are the original data of rolling bearing experiment platform provided by the National Key Laboratory of Rail Transit Control and Safety under the Beijing Transport University. The main equipment used to collect the simulation data includes rolling bearing fault detection test bench, piezoelectric acceleration sensor, pulsator, data acquisition card, three types of fault rolling bearings, and normal Rolling bearings, as well as service terminals for diagnosing the collected raw data, the specific equipment, and the typical failure of train rolling bearings, as shown in Figure 5 . The performance evaluation program is implemented using MATLAB. The experimental system is window10, and the experimental hardware configuration is: CPU: Intel(R) Xeon(R) CPU E5-2643, RAN size: 64 G, memory size: 12 GB × 2. 
Experimental Results and Analysis
Experimental Data
The applied sample sets are the original data of rolling bearing experiment platform provided by the National Key Laboratory of Rail Transit Control and Safety under the Beijing Transport University. The main equipment used to collect the simulation data includes rolling bearing fault detection test bench, piezoelectric acceleration sensor, pulsator, data acquisition card, three types of fault rolling bearings, and normal Rolling bearings, as well as service terminals for diagnosing the collected raw data, the specific equipment, and the typical failure of train rolling bearings, as shown in Figure 5 . The performance evaluation program is implemented using MATLAB. The experimental system is window10, and the experimental hardware configuration is: CPU: Intel(R) Xeon(R) CPU E5-2643, RAN size: 64 G, memory size: 12 GB × 2. To be exact, they are the vibration data at rotating speed of 2 Hz, 4 Hz, 6 Hz, 8 Hz of the bogie rolling bearing in the running department of the rail train at normal, inner fault, outer fault, and rolling fault, respectively, and the sampling frequency is 51,200 Hz, the value is vibration acceleration, the unit is m/s 2 . The number of samples for various sample set is 80. To increase the reliability of the experiment, the rolling bearing standard data set of the Western Reserve University is increased. The standard data set is Fan End (FE) accelerometer data and the sampling frequency is 12 kHz. The damage of the bearing is a single point of damage by electric discharge machining (EDM), and the diameter of the damage is 0.1778 mm. The data set has a rotating speed of 1796r/min, which is equivalent to 30 Hz, and the motor load is 0 hp. The following Tables 2 and 3 show the specific detailed information of experimental data. To be exact, they are the vibration data at rotating speed of 2 Hz, 4 Hz, 6 Hz, 8 Hz of the bogie rolling bearing in the running department of the rail train at normal, inner fault, outer fault, and rolling fault, respectively, and the sampling frequency is 51,200 Hz, the value is vibration acceleration, the unit is m/s 2 . The number of samples for various sample set is 80. To increase the reliability of the experiment, the rolling bearing standard data set of the Western Reserve University is increased. The standard data set is Fan End (FE) accelerometer data and the sampling frequency is 12 kHz. The damage of the bearing is a single point of damage by electric discharge machining (EDM), and the diameter of the damage is 0.1778 mm. The data set has a rotating speed of 1796r/min, which is equivalent to 30 Hz, and the motor load is 0 hp. The following Tables 2 and 3 show the specific detailed information of experimental data. The normal rolling bearing time-domain diagram and fault rolling bearing timing diagram are shown in Figure 6a ,b. The amplitude of the vibration acceleration of the normal bearing, which has periodicity, fluctuates around the zero points. The upper and lower fluctuation range of the amplitude is small. Also, the amplitude has Root Mean Square (RMS), Kurtosis, and Energy characteristics. The RMS is the root mean square value of the vibration amplitude. The Kurtosis is the fourth-order central moment of normalized original data, which can effectively reflect the distribution characteristics of the vibration signal. When the amplitude vibration law changes due to a malfunction or other reasons, the value of this statistic is higher than the normal value. The Energy is the sum of the squares of the amplitudes of the data signals. After a component fails, it often causes an increase in the amplitude of the vibration, increasing the amount of energy obtained. Therefore, we can see from Figure 6 that the RMS, Kurtosis, and Energy of the amplitude of the normal bearing are smaller than that of the faulty bearing. The normal rolling bearing time-domain diagram and fault rolling bearing timing diagram are shown in Figure 6a , b. The amplitude of the vibration acceleration of the normal bearing, which has periodicity, fluctuates around the zero points. The upper and lower fluctuation range of the amplitude is small. Also, the amplitude has Root Mean Square (RMS), Kurtosis, and Energy characteristics. The RMS is the root mean square value of the vibration amplitude. The Kurtosis is the fourth-order central moment of normalized original data, which can effectively reflect the distribution characteristics of the vibration signal. When the amplitude vibration law changes due to a malfunction or other reasons, the value of this statistic is higher than the normal value. The Energy is the sum of the squares of the amplitudes of the data signals. After a component fails, it often causes an increase in the amplitude of the vibration, increasing the amount of energy obtained. Therefore, we can see from Figure 6 that the RMS, Kurtosis, and Energy of the amplitude of the normal bearing are smaller than that of the faulty bearing. The normal bearing time-domain diagram and fault bearing timing diagram of the sample of the standard data set are shown in Figure 7 . 
The center frequency of the frequency interval of the top, having the highest local spectrum amplitude in the local spectrum of each sample, is extracted as the feature vectors of the sample, and the conversion of the sample data to the corresponding feature vectors is completed. Table 4 shows the top five center frequency data for the four types of samples in the standard data set. The frequency of the normal rolling bearing is mainly around 1200 Hz. The frequency of the inner fault mainly surrounds between 2500-2600 Hz. The frequency of the outer fault is mainly around 4800 Hz, and the frequency of the rolling fault is mainly concentrated at 3100 Hz. The distinction between the categories is obvious. The specific feature vectors of the rail train experimental data set with a rotational speed of 4 Hz and standard data set are, respectively, shown in Tables 5 and 6 . As seen from the two tables, the feature Each type of sample, x i , i = 1, 2, . . . , 80 (80 is the number of samples), is converted to obtain the local frequency v ij of all samples. i = 1, 2, . . . , 80, j = 0, 1, . . . , m, i represents the i-th sample, v ij represents the j-th local frequency of the i-th sample, and m is the number of intervals of the local spectrum. Then, find the maximum value Max (v ij ) and the minimum value Min (v ij ) of the local frequency in the sample, and use Max (v ij ) and Min (v ij ) as the span of all local frequency. Therefore, the interval of the local frequency of each sample is obtained as follows:
The center frequency of the frequency interval of the top, having the highest local spectrum amplitude in the local spectrum of each sample, is extracted as the feature vectors of the sample, and the conversion of the sample data to the corresponding feature vectors is completed. Table 4 shows the top five center frequency data for the four types of samples in the standard data set. The frequency of the normal rolling bearing is mainly around 1200 Hz. The frequency of the inner fault mainly surrounds between 2500-2600 Hz. The frequency of the outer fault is mainly around 4800 Hz, and the frequency of the rolling fault is mainly concentrated at 3100 Hz. The distinction between the categories is obvious. The specific feature vectors of the rail train experimental data set with a rotational speed of 4 Hz and standard data set are, respectively, shown in Tables 5 and 6 . As seen from the two tables, the feature vectors dimension of each sample is 100. That is, the conversion of the sample with the local spectrum and the center frequency of the top 100 frequency interval with the highest amplitude in the local spectrum are obtained as the eigenvector of the sample, and the number of samples per category is 80. The experiment classifies all the samples' feature vectors into four categories. The effectiveness and practicability of the algorithm are determined by the evaluation indexes given in Section 4.2. 
Experimental Target
Aiming to reflect the performance of the classification algorithm in an all-sided way, three evaluation indexes have been adopted in this paper. These are detection rate (DR), false alarm rate (FAR), and classification rate (CR), respectively. Their definitions are given here:
(1) Detection Rate (DR) DR is applied to measure the classification accuracy of a certain variety of sample set, reflecting the percentage of detected number occupying the total number of a sample set of this variety. It is shown as follows:
Detected number of sample set of a variety total number of sample set of the variety (7) (2) False Alarm Rate (FAR)
FAR is for measuring the false alarm rate of a variety of sample set. This index is used to reflect the percentage of not belong to this variety being detected as the variety occupying the total not belong to this variety. It is shown as follows:
Number of data not belong to the variety but detected as they are Number of real not belong to this variety data (8)
CR is applied to measure the classification accuracy for all sample set. This norm reflects the percentage of all accurately classified sample set number occupying total sample set number. The calculation is done as follows:
All accurately classified sample set number Total number of sample set (9) In the above listed three indexes, DR and FAR reflect the probability that a certain sample set is correctly or wrongly classified, and it is directed to a single sample set. While CR reflects the entire classification effects of the algorithm. Directed to a certain variety of sample set, if DR is approaching one and FAR is approaching to 0, it means the variety of sample set is classified by higher accuracy. In the case of the entire sample set, if CR is approaching one, it indicates the entire accuracy of the classification algorithm is still higher.
Result and Analysis of Experiment
The comparison of the classification algorithm in the experiment is the BP neural network, SVM classifier, AdaBoost, and IAA. The same experimental data set is used for the comparison experiments.
Due to the stochastic character of the BP neural network, the 8 folds cross method has been adopted to conduct cross verification in this paper for the BP, i.e., the experimental data set is divided into eight equal parts, then turn is taken to have one part as the test data, while the rest seven parts as training data. This procedure is repeated eight times. Finally, the mean value of the results of each index is taken.
The standard SVM classifier is applied. Radial Basis Function (RBF) core is taken for core function, where penalty factor parameter c and RBF core function parameter g are extracted with the grid method. In the specific experimental method, c = 2 −5 , 2 −4 , 2 5 , g = 2 −5 , 2 −4 , 2 5 . conduct cross-verification within the scope. On completion of ergodic, the optimum values of c and g are found. If there are existing several groups of c and g, then the smallest c group is chosen. The reasons are that too high penalty factor would increase the cross-verified data accuracy rate, but possibly make the whole classifier dropped in over learning state that would lead the classifiers inferior.
AdaBoost and the IAA's weak classifier are all applied in the BP neural network, and the number of weak classifiers is 10.
The input vector of each classifier is the feature vector of the training sample, and the results of the classification experiment are compared by the evaluation index mentioned above. The specific experimental flow is shown in Figure 8 . one and FAR is approaching to 0, it means the variety of sample set is classified by higher accuracy. In the case of the entire sample set, if CR is approaching one, it indicates the entire accuracy of the classification algorithm is still higher.
The standard SVM classifier is applied. Radial Basis Function (RBF) core is taken for core function, where penalty factor parameter c and RBF core function parameter g are extracted with the grid method. In the specific experimental method, If there are existing several groups of c and g, then the smallest c group is chosen. The reasons are that too high penalty factor would increase the cross-verified data accuracy rate, but possibly make the whole classifier dropped in over learning state that would lead the classifiers inferior. AdaBoost and the IAA's weak classifier are all applied in the BP neural network, and the number of weak classifiers is 10.
The input vector of each classifier is the feature vector of the training sample, and the results of the classification experiment are compared by the evaluation index mentioned above. The specific experimental flow is shown in Figure 8 . Classification and comparison experiments are conducted according to the experimental flow chart. The results of each algorithm based on the vibration data set at 4 r/s and the standard data set are taken as an example. Table 7 shows the performance of the DR; Table 8 shows the performance of the FAR, and Table 9 shows the performance of the CR. Classification and comparison experiments are conducted according to the experimental flow chart. The results of each algorithm based on the vibration data set at 4 r/s and the standard data set are taken as an example. Table 7 shows the performance of the DR; Table 8 shows the performance of the FAR, and Table 9 shows the performance of the CR. Table 7 shows that in the entire manifestation, the IAA is slightly higher than the rest few algorithms, the next is AdaBoost, then is the SVM, the last one is the BP algorithm. Each algorithm in a single data set manifests differently. In the inner fault detection rate at rotation velocity 4 r/s of the rolling bearing in the running department of rail train, the detection rate of the BP algorithm is better than the other algorithms. This means a different classification algorithm should be tried in the different data set. The good average performance does not necessarily confirm all data set. The solution is to be taken according to the specific situation.
It can be seen from Table 8 that the FAR of BP is the highest, the FAR of IAA is the lowest, and the FAR of the SVM algorithm is slightly higher than AdaBoost. This proves the shortcomings of the BP algorithm, that is, it is easily dropped in local optimum, to obtain the most satisfactory result.
It is found out from Table 9 that the overall performance on the correct rate of IAA is higher than other algorithms, approving the effectiveness of this algorithm. The next is AdaBoost, and the little inferior is the SVM algorithm. The essential cause of their similar accuracy is that AdaBoost is upgrading to weak classifier algorithm, while SVM emphasizes on largely bipartite classification. Therefore, the two algorithm effects are higher than BP neural network. BP neural network is like AdaBoost's weak classifier, whose classification result is not satisfactorily obtained, depending on its network framework.
It can be summed up from the above three tables that the mean performance of the IAA is somewhat being raised, no matter from DR, FAR, or CR. What's more, the 90% CR verifies that the IAA is reliably superior than the other three comparative algorithms. Simultaneously, it is testified that the algorithm is applicable in the present study and provides a reliable method for fault diagnosis of the rolling bearing in the running department of a rail train.
Conclusions
Through the acquisition of vibration data of rolling train rolling bearings, the bearing fault can be predicted, which can ensure driving safety and reduce operating costs. However, rolling bearing vibration data has the characteristics of a large amount of data, nonlinearity, non-stationary, etc. Therefore, directed at the characteristics of nonlinear and non-stationary data of rail train, a complete long-term fault diagnosis method for rolling train rolling bearings based on exponential smoothing prediction and improved integrated learning algorithm is designed and applied to the measured bearing data set designed in this paper. First, the data is segmented using SWESSA, then the features through the local spectrum are extracted, and the segmentation points with spectrum analysis are combined. To enhance the anti-noise ability, the AdaBoost algorithm is improved into Imported AdaBoost Algorithm. The experimental results prove the reliability and practicability of Imported AdaBoost Algorithm. The paper provides a complete set of a new method for complicated fault diagnosis on rolling bearing in a rail train, that has extremely high practical value in rolling bearing fault diagnosis.
